I TEXAS Application Notes
INSTRUMENTS ZHCAG678 — Dec. 2016

&L miniDSP Audio DAC SE3] & 84 BETY B

#7/Kk Bing Dong South China OEM Team

HE
PCM5242 J2& TI i Hi (5 R miniDSP FIEIhFE 54 DAC, SKH T1 56t Sigma-Delta DAC 4244 SEEH i 5 Al 8h #4530
FEI R AEG A HE e 75, #E % charge-pump 23 DirectPath™IhAg, i i JC TR bR B FRL A, /a3 45 S AR 3 7
SN, ATPEAR ORGSR AE T o H vty v ) (e 485 20 B b v 1k BB ) SR ORI AR B B T, AR SCVRAIA 48 T FE A
PCM5242 Ifid 21| i) ] @i HA2ft 7 BARI R T7 22, w7 DAHE Bl ;R0 AR I R A 05l 4840 3 BB 1k 1l ) R A
AL F Purepath Studio WA R IR T B R R B R AE L, T SEEUH P E E X EQ IR fif ik 44K-192K i
A )4 pop-noise [] AN T e 3 0

1. ZEF MINIDSP B AUAIO DAC A oo 1
2. PCM5242 7€ playback BEZRATBISIAT ..ooovieeeeeeeeeeeee e, 2
2.1.PurePath Console 2(f§j#8 PPC2)7E PCM5242 Playback =M ...ocoeevveee 2
2.2.PurePath Stuido (&% PPS) #E PCM5242 Playback B HIN ..cooovevveveeeeeee, 3
2.2.1. Biquad BB ..o 3

2.2.2. 12S HIHIBEEL o, 4

2.2.3. Volume B BIHIBER oo 5

3. AdAPLIVE R .o eaeas 6
N R ) TSP 6
3.2.miniDSP AZEHEIETEBIITE ..ot 6
3.3.miniDSP adaptive mode F BB iR ... ooeeeeeeeeee e 6

A, B R HT IRIBIRTT R oo et e, 7
4.1. B EQ iKY reference scale fREB IR .......ocvvveeieeeeeeee e 7

4.2 KRS LRCLK AUCHELE BT RIS FIRE ..o, 8

VRIS & = avik NG S == e L caE e i O 9

ST 5" TP 10
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PCM5242 B4 —> miniDSP W AZXT 12S g N EC7 (5 5 HEAT AL B . miniDSP AJ DA FH 7 9 A5 R0 S 22 BLy
f#7(Multi-Band EQ), ZhZSYE HE [E4i (Dynamic Range Compress), U3 & 14 55 (Psychoacoustic Bass Enhancer) 55
%, 1EMT Hi-Fi mp3 B &4, Wifi &8558 R85 Ak il % . W Figure 197, H\ 128 $rrf5 5 4eid
volume control BEHLiE A\ miniDSP S & R B, s DAC SNR VERER FH T ISR S xt B3 S b B, &
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2. PCM5242 7 playback H =X 5 i1 32

2.1. PurePath Console 2(f&j#k PPC2)ZE PCM5242 Playback B3 H i M FH
PPC2 B 1 | D Re A HIBLAN miniDSP MC BB PIANE7) o DhRefshl B L FE0f i b, edlids =X,
NG I B . MiniDSP B TT LLLEFH P76 miniDSP o S 8492 (EQ,DRC, DDE......) AT R B IS 24
PPC T4t T LFh Hybrid Flow FUEAR, @l T ARG . &4 E =3 Hybrid
Flow HIFS %, XA~ Hybrid Flow ROM %54 1] LAZE DSP NI RAM Hi21T, P BRI, R
TEE MRS, T miniDSP FVARC B FELEM, T E .
ST RiEMEZE, P TETIME ST 77 L0 DR,  Toikis 2 fLiIFR R, JF HAER SRR
Al PACHR Y EQ H AR
U1 Figure 2 732 #F 96K sampling rate [ Hybrid Flow 7 5 HA] LLSZHL 5 4> EQ, £ 37 FF 192K sampling
rate [] Hybrid Flow 5 H H a] LSZHEL 1 4N EQ, XX T 15 RERAERAKIA TR Z 2 EQ AT I A BA 75
EH R T RA . 9T Hybrid Flow f#i [l /77522 Using the TAS5754/6M and PCM5242 Hybrid Flow
Processor http://www.ti.com/lit/ug/slau577a/slau577a.pdf
M H FLE PPC2 H5E i as F L B 2 J5 A TH HH ) Direct 12C Read/Write ->Register Dump->Output
file->.h RUATAE SyTa 4 S0, J8id MCU B35 N AR RI AT se Bl Be .
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Feature HybridFlow 1 HybridFlow 2 HybridFlow 3 HybridFlow 4 HybridFlow 5 HybridFlow & HybridFlow 7
s |1 B | B_E B | JB " " | ==
contouretors oo oo ool oo

Mid-Level DTVs Mid-Level DTVs Bi-Amped o Docking Stations, Mid-Level DTV's,
Typical Target Appiication 3 Y Blustootheand | SO0 SPEEKE'S | g £ pigital Tvs | Allin.Cine PC, & Soundbars, &
General Audio General Audio Active Speakers an Teiess oubs General Audio General Audio
Supported Sample Rate 548 kHz 848 kHz B8-48 kHz 8-48 kHz 192 kHz 8-48 kHz 96 kHz
Psychoacoustic Bass
Enhancer (FBE) s * ! d * * *
Quiput Confi gurat_ions Stereo Stereo 11 Meono Stereo Stereo Stereo
(Stereo/Mono)
DRC Type 3-Band Compander | 3-Band Compander | 3-Band Compander | 3-Band Compander DRC-Lits 3-Band Compander | 3-Band Compander
E\quaquualizers!lﬂFull- 212 2% 12 1%10+1x5 1%1 2 x 2x1 2x
Range Path)
PurePath SmoothClip s S < o o + o
Sound Field Spatializer
(SFS) x X X X X < x
Dynamic Dialog Enhancer « " « " x « X
Dynamic Bass Enhancer
(DDE) o < < < X o x
Serial Audio Data Out
{Subwoofer, Full-Range) FR SWor FR SWorFR FR SWor FR FR FR

Figure 2 Hybrid Flow It &%

Vi TEECREFENT FEQ i 715 A /H 2 17 miniDSP #5%, 7# H 7 HybridFlow 5 #7Hybrid Flow 7 #7#55:4) 7~ DRC
Zyfg, 0L DRC JH#E miniDSP 7574 77 55 A 7™, i LATR I P A i 226/ DRC #9265, /7 Hybrid
Flow 5 #7Hybrid Flow 7 X/ 7 miniDSP 4 5 i i A2 —FliR #.
2.2. PurePath Stuido (f&#R PPS) 7E PCM5242 Playback =, 3113
WIS A B N RIS P I miniDSP & RUACEETRE, W] LAASK A PPC HH45 HU Y Hybrid
Flow [F)JUFRAC EAE, T HEHE 1 PPS B4R idf AT B E L INBERCE . PPS g H = 4 I
EQ,DRC,DDE &5 D et 3 plt 7 iU, $RALEIR AT 7 (8 FH P b 79w A2 . Figure 3 2 SLAY(Y)
playback & /R [FISUEL K R 1 PPS FITRARECE, LA 43 MR Th RE AT FE4H IR

=

PCM52424pp_1

11}_

TaneGenerator
B R & i LE
= " i ﬁ+5
1 Biquad_1 ono_Mixer_1 2
R InfBx0utROMs]_1
el
25 In 1 —
&5, Wi
ono_Mixer 2
Biquad_2 Volume_1 l;}—

ToneGenerator-1

Figure 3 PPS Hiz it A2 7E playback 152 H11 5 H

2.2.1. Biquad Bk

F P A 5E U EQ BS54 25,Q {8, 45 Biquad ¢ % AT LSEEL 10 > EQ 47 S L E . Biquad
FEARGERIHE R FH miniDSP AR (1) IR JEY 28, AL %N Equation 1. &FIKAE Biquad HFIIA—M4
I EQER, Bain—9 IR JEWAR, FTLAYE— Biquad BEH N ET/ZSEIL T 10 /N IR JEBE A%

FIEAIAZE, G Figure 4 Fiias

5L miniDSP Audio DAC SEBIZ A HELIEE 3
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By+2B,Z 1+B,Z72

H = Equation 1
{Z:] 223_2_&12—1_‘422—2 ( q )
Inst1_BOD Inst2_B0O Inst3_BO
BIQUADIN.D A, e /}\ WY o
+ @ + - - L ]

Instance 1 Instance 2 Instance3 = = =

Figure 4 Biquad #5281

BB — 4 IR JEIE AR R AO,ALA2,B1,B2 SEIL T EE MM AL WA A Q fH. BIKE N EQ &
¥ apply J5, 1E PPS Y] properties->Runtime Properties H14>F $I| 55 51 o ) IR JEI 25 S8 XLk
ST S R AE miniDSP [ R AN A7 SEIL, 82 AR RS AL E L, B AR
B EQ AR EE M AR AR SHIT, W Figure 5. A T B 1LY 72 4 1) pop &, RISRH
adaptive mode A7), ¥ . 3. Adaptive f= .

0.99939388073071044921875
-0.902244091033935546875
0.8219683170318603515625
0.91279947757720947265625
-0.839632511138916015625
0.98693474334716796875
-0.95964467525482177734375
EQ2 Coefficient 0.99999988079071044921875 _
0.95964467525482177734375
-0.98693474334 716796875
0.996688365936279296875
-0.9825509786605834936093 75
EQ3 Coefficient 0.97111034393310546875
0.98255097866058349609375
-0.9677989482879638671875

Figure 5 PPS 1 B 57 ) miniDSP 124

EQ1 Coefficient

2.2.2. 12s fHBEER
=4 DAC H1 R i #2 Sigma-Delta modulator +Interpolation filter 4244 . Sigma-Delta modulator
K SEIUXHE S (KR HI AR 75 22T, Interpolation filter SEELGH i A B 745 5 A E AR . H6{EIE
BRI B2 B 12S H 1 Master clock $2 . X HRE T X AN [R]RAFE 2 0] DAK i) B KA (B A%
. U Figure 6 fliz, X1 48K/96K sampling rate A LLSK ] In8XOutROMs|, Rl 8 f5Fd{E AR L, 1H
X T 192K sampling rate R 8K H In2XOutROMs|, B} 2 f5 46 E AR, X 384K sampling rate 4~
RE T ARG B

4 5 miniDSP Audio DAC SEBIZ 36 4P HELEY
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Sampling Mode Sampling Frequency (fs) kHz Oversampling Rate (OSR)
8
16
Single Rate 32 dor16
441
48
Dual Rate 88.2 4or8
96
Quad Rate 1764 2
192
Octal Rate 384 1 (Bypass)

Figure 6 KA 2 FI RAF 5 4L
Fi%T 48K [1) sampling rate , K In2XOutROMs|(2X interpolation filter) {3 In4XOutROMs| (4X
interpolation filter) &4 & 41{5 T4 H 1), {H21X 2 55 Sigma-Delta Modulator AT AR, i
AR KBS R B, MATS 2 ) THD+N [4EFR 7% « KA In8XOutROM | (8X interpolation filter) &
H R4 0.008%, MIRFEFRIER . AP MU Figure 7 o

2X interpolation filter

Figure 7 AS[AIEE 550~ THD+N vs frequency 2k
2.2.3. Volume FEFEHIHIR
PCM5242 ] page0/Register 61 1 page0/Register 62(IF miniDSP Wi 25 47 2%) 7T LAy 4% il 42 A 7 1
fEa. APl Do 8 A 2 ek B 1% A 2R A7 Ak B0 R T Th g,
{H2 H 7 7 2245 miniDSP T B i FE B in b —> & 23 dBise, B inr DU RAME B T3
EQ i A reference scale ff% in) @i, Z U, 4.1.2.

5L miniDSP Audio DAC SEBIZ A HELIEE 5
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3. Adaptive B

PCM5242 ] miniDSP {1745 N1E4 W7E (Instruction RAM) . ##i N 17 (Data RAM) FIREATE (
Coefficient RAM) =25, #5854 WA RN A7 2 7] LLE WU 16 12C bl >R TS . W1 Figure 8, KT
miniDSP (1) 27 /7 #% /& 7F page44-186. . pagedd/registerl & REUNAT 1| &7 /7 4% paged4/register2-page70 +& 5
BATES HE o RECNTED R T B, FRATIFR N buffer-A F1 buffer-B. page 152-page 186 /2154251785, 18
L A7 AR — MG E PPS WIS TR AR S5 A SR I I e A s A A0k . 7EBCE EQIE B S HUNH%, 15 4%% 17
WESHAAE, WA R

Page 44

1 Coefficient memory (CRAM) control

Pages 44 - 52 | Coefficient buffer - A (256 coeffs x 24 bits) . See
Table 47

Pages 62 - 70 | Coefficient buffer - B {256 coeffs x 24 bits) : See
Table 48

Pages 152 - Instruction buffer (1024 instruction x 25 bits),

186 1512 - 11023 are reserved.. See Table 49

Pages 187 - Reserved

252

Figure 8 miniDSP Z7 {745 413%

3.1. IhRE
SV P E MIniDSP TAE, DAC ith I ScM 50 12 B4 HOMH, 8 ALSLH A4, {50k EQ ROshfe, Jf
H A7t pop-noise.

3.2. miniDSP A FEHIbEAF BV TE
£ Non-Adaptive mode #~, 7[Rl — i 2 R 500 9 A2k R B8 8% 11C 42 1180 miniDSP H i —Ff b .
BT NC i R A FE ISR, A5G miniDSP BB AN E i R EUN /b, (B 24 S50 5 iy
%’EFr)a Adaptive mode 55X, miniDSP # Buffer A 5# Buffer-B {745 —/M DSP . 11C gt n LS A
BB E I buffer 25778818, R RENAF S ARG buffer, SERUIHBNIE. XFERT LA 24085 1k pop
o

3.3. miniDSP adaptive mode F ¥ E HnfE
miniDSP iZ4TH}, REATER A —A Buffer 4% miniDSP 1€, 53 11 JC ik EL B 140% Buffer IS4
o B RESEHARSUE Buffer NS, AR5 E A miniDSP Yk Buffer SKAE IS H. VG R 5euk
B (10 Buffer J-BERRIC, J1 P TR E 3 M D1 2 5 DA (7 B Buffer (0580714, %5 i adaptive mode
SER SEILUIHR EQ BhME.
DA PCM5242 95, #ZSCIiY) EQ #:4E, BCHIVAAEM T :
e {E PPS 1 Dump RN EQ WU SCAE, BT EQ REL, T H BT Ja EC il SO
o TEWIIEA LTSS adaptive mode, page 44/register 1 5\ 0x04.
o AR BIRIWIMEW SRR EQ )5 S ER:, 44N update EQ file, 35 A A4 miniDSP £

E I¥] Buffer.

o Ut Buffer #itti, page 44/register 1 5 0x05.
o {HY Page 44/registerl bit 0 1|2 75 V)4 52 k.
o ZEMT 30ms, BH RAUE B miniDSP FEJidH 1) buffer.

6 &/F 4% miniDSP Audio DAC LB &304 PEL) 6
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4. % WA SRR R TR

4.1. TEK EQ iR reference scale JRA% ial B
Y PR EAE S I — A Q RN EQ B, T E<iE K Reference Scale T FER IR @, XTLL
Figure 9 Al Figure 10 K324 EQ %N FC=16k, Gain=6dB,Q factor=1.6 []H] & <>i% % Reference Scale
M 0dB BA S35 /N £ -2.6dB(Linear 0.74), 13 7E 16K A7 i Hh 75 Sk bt s 13 25 R 3.4dB A2 4. HEH
HH T %44 1) reference Scale #8/)y, 12 RS At AT A RT3 2 [R1B R B o 302 PR iR 7R i s 1Y) EQ
10 5 IS5 385 i miniDSP A 18 2 12 1l B A7 23 H, miniDSP M N AR 47 B 1] FR A reference scale HI{E
PLIE 21 By 1h v H R

Instance Index Graph Coeffs Filter Type Filter Subtype Fc[Hz]  Gain [dB] Bandwidth [Hz] @ Val Ripple Scale

v 16000 o 1.6

1
1
1

Frequency Graph Phase Graph
. Speaker Response
Biquad Composite

. Biquad + Speaker

W Biquad Composite
1000 10000 W Biquad +

Figure 2 FC=16k, Gain=0dB, Q factor=1.6 EQ Hf &

Instance Index Graph e Fc[Hz]  Gain [dB] Bandwidth [Hz] Q Val Ripple Scale

v 16000 5] 1.6 0.7.

Frequency Graph Phase Graph

. Spealker Response
Biquad Composite

. Biguad + Speaker

[l Biquad Composi

10 100 1000 10000 W Biquad + Speaker
Freguency [Hz

Figure 3 FC=16k, Gain=6dB, Q factor=1.6 EQ Hf %k
o RUIIE1

TR & P W IR SR s L R Q 1. 4 Q MH IR =% 20 BIMHE, reference Scale Hy&/b> 1 0.3dB(Linear 0.965),
FEATT DAGRARR BT P4 (1938 28 A 23 8 A2 W R gkl 4 Figure 11.

fEHFE 8 miniDSP Audio DAC SEBIZ A HELIEY 7
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Instance Index Graph Coeffs Filter Type Filter Subtype Fc [Hz] Gain [dB] Bandwidth [Hz] Q wal Ripple Scale
v 16000 6 20 0.9.. i
All Pass 1
All Pass 1
Phase Graph
. Speaker Response

Biguad Compaosite

. Biguad + Speaker

Individual Biquads

W Biquad Comp =
100 1000 10000 M Biguad + Speaker

Freguency [Hz

Figure 11 FC=16k, Gain=6dB, Q factor=20 EQ HiZk
o RUINE2

K HTE miniDSP A2 BL1H /il volume control module ¥ 77 3E /T8 25 #M% . BT 16K Sl 4b 1) EQ {474 Reference
Scale /)N T 2.6dB, FIT LAfE volume #EH FRAME |- 2.5dB 13 2, U1 Figure 12

%

ToneGenerator

r -1 — =

v T : L.;

- _rl
ono_Mixer 1

IO utROMs]_1

noMixer 2

Volume_1 Y

ToneGenerator 1 4 Runtime Properties: All Rates
| Volume 3 |

VolumeCoefficient h924611

Figure 12 FC=16k, Gain=6dB, Q factor=1.6 4 /il volume *MxI/jEE

4.2. SERESRZAN LRCLK RICHSIE B mAmAS I i

47 12S LRCLK B8 A [H] - PPS HRTCH EQ KT IEFE ) sampling rate B8, 2 aled 14 Hi ke ity A il 2%
A B AR AT SRR EL R AR AL . W Figure13, BT LA F24 LRCLK AT 2 PPS FHECHI EQ B BT H R
R, BT A E AR BARME R 1/2,24 LRCLK A& PPS HfLH] EQ I AT F RAE R 4%
i, FrA A SR A R B ARE ) =A% . FRATT AT DU 20 56 ) W T 152 EQ AT 26 K AE I B B (1) 1] R
H AR A

frequency | 62Hz 160Hz 400Hz 1KHz 2KHz 8KHz 16KHz

8 1E/HEE i miniDSP Audio DAC SEHIZ X4 #EI) 6
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Gain +3dB +2dB -2dB -2dB 0dB +4dB +4dB

4.3.

LRCLK=48k,Sample rate configure in PPS =48k

BiHz 16Kz

LRCLK=48k,Sample rate configure in PPS =96k

400Hz | | |{kHz

BiHz 16Kz

SCREVIBA FIRAE R B SO HE | G2
o M ABKCRFEFRE S Y) 5] 96K RFEF LI

Figure 13 I Bl ANIG BCIE A s i it 25

1£ 2.2 /T B IR L 48K/96K KAL) 2 In8XOutROM s 128 i, miniDSP Bt B I FE 284 52
SME, WEKRSTERNASERE S8, RA ZBEFARENA, Frila] LK Adaptive
mode V)i i, TRIUETC pop-noise 7] &,

o I 48K/96K SR ZH G WA VI3 192K KAE R A

7E 2.2. 0 T0 B I FE HLTH 48K/96K KRR K H K/ In8XOutROMs| 12S #iiH, TM7E 192K KAEZR TR H
(152 In2XOUutROMSs| 128 % 4 o IX 23145 24 17] 3 21| 192K FAEZ KI5 miniDSP (K384 WS H k4

£ miniDSP Audio DAC SEBIZ A HELIEE 9
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AR, A 712 adaptive mode(adaptive mode & T R A miniDSP £ #0447 & A= BUAR ) 175 10 )
AU, H A E BT S N CHRE 192K 1 miniDSP 54 A1 R E N AF A AT LS Y. S 1 ARIEE
BNV FE P AN S B pop-noise [0, FRALDIHR AR

o ffifE soft mute IJHE, pageO/register 0x03 5 0x11

o %] miniDSP #EA standby i, page0/register 0x02

o AT miniDSP 192K RFERYILHL SO

o il miniDSP S standby B, @A IEH TAER

o XM soft mute IhfE

PCM5242 $2 4t A mute A, 43542 analog mute 1 soft mute A . analog mute 14> ELRE AR R
Fr 2 M A disable/enable mute IR = £ 537N pop 75, BT LAZELLfH FH soft mute ZhEE. Soft mute $24t T
soft attenuation ramp ThAE, SCIREEAN B H 0 1dB 19 mute 72, A 2407 1E pop noise.

JE: PCM5242 7 zero data detect ZJjg, 2JiEZEHF 000 15 5 &1 F{E 1] 5] )7 = H 2 A analog mute,
a] L1 757 pageOlregister 65 J¢/7] zero data detect Lg%, W7 11740 #5191 17 H 1A analog
mute ZJ5E, 5/& 147> pop .

5. ZE3CER

10

1.

2.
3.

i TI miniDSP Codec #2744 & AL & A4 BE (ZHCA113)

Using the TAS5754/6M and PCM5242 HybridFlow Processor(SLAU577A)

PCM5242 4.2-VRMS DirectPath™ , 114-dB Audio Stereo Differential-Output DAC with 32-bit, 384-kHz
PCM Interface datasheet.

5 miniDSP Audio DAC SEBIZ 36 4P HELEY
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WM (BB (TY) BT IR T3 7 4 BURR JESDAG BOSThRtE, AFHREEHI MRS HEAT B IE . 5ok, M98, BUSsLEBeL, FEARUIRE
JESDA8 Rt bt i LR UELE 177 AN 55 . % P11 AT S ARIRCHT IO HI G5 B, Yk s B AL 5 5 M LLALRURTAY . 417 b 6 6
AR 1T ST AT B BT 05 5 0

TIRAESE TR 05 0L AOVERE RS 7% 65 0T T -S540 G 00 15 KB LIS o DL T1 BRAEROTERPY, EL TI Ak AT BB A 220
PRI TR . BB IR T REEASE (5 W05 RGO AL O 05T S B AT

TSP ER 2 7 B A RHUE T S5 . 2 P SOA LR T1 AL 007 RS 117 5056, RN 2 P RIS AR K10 P
B PRI A I B S 2 A

TUAKI R TV ERIRL WL R R S T T1 ALk AL A B BLASSRTRATIOGH) T1 AP BUTT T O BB oL
WA TSR . T T 0655 77 ol 25 1 00012 L, AR T SR = sl 5 VF T, BB, SOATT .
B B TR 75 B4R 28 =7 0 A LT MR B TR PE AT, Bl T AR BLEIE RIR T T P T

AT TR PSR AR T1 (5 BRIy, (AR M AP E TS AR, . IR RN 4 R vEieT
ST 1A S LS IS A RAELAE T T RESK S S = 015 LT R R A A1 B 2

AR T ALPESURAIT A AL 25 2 OB 5 T b0 (05 B0 A7 22 S (B0, Mk G T1 AL SRS RO 1
IR, LSRR TS 0. JKIFHERDIAT . 1A EE T KRR IR AR A8 5 -

P AT, BRI AR B OVt T ARG, (LA 51 B0 A2 3 7 BSOS FRL AR T1 7 RSO AT v
e VRS AR % P, A LSLR IS 5 S0 AR BT A0 2 ARV, AT RUL SOl B I e
PSS AT T A S 1075 0 B R LT SRAUE S0 A 7 4 A0 2R 15 2K Ao o (PR T1 4L
R TSR B T 51

AESCAE 2rofs, 9 T M SR AT FIAT T REAS T1 ALEETAE BIGLRS. T) B0 EL B RLA B AL P B P B A 00 S35 4 0Tl P
U RE 5 e AN BRI 2457 IRV 8 SO, SR PP DY R B I B 2

T ALE AR T FDA Class Il (SSIAR A AT BRBSIT Wi ) IOBEBLYETT, WlE 607 ALY 51 bl T 4 TV BR B FRRORRI L
SURTTISEE T1 RBITED] R T2 1 G S R0 T1 20 R ok e | P T SO s Bef. W0 NI 8, AIFIRSA
PS5 AR T) AL (7 % sl R T RORE AR, UM H 7 iR, EL B2 B ) B il R 5 B FRAR K0 B 47
A REAER

T CUUFR 3 1ISOITS16049 SER /™ i, S8 3 T4, RIS T, DR BTk 5] 1SO/TS16949 %

Ry TSRS E,

F= i . FH
LEa=pT www.ti.com.cn/audio WBESRE www.ti.com.cn/telecom
TR BN 251 www.ti.com.cn/amplifiers THEWL LA www.ti.com.cn/computer
Bl e i www.ti.com.cn/dataconverters HHRHBT www.ti.com/consumer-apps
DLP® 7= i www.dlp.com izl www.ti.com/energy
DSP - #5543 4% www.ti.com.cn/dsp Tk s A www.ti.com.cn/industrial
IR A0 I 2% www.ti.com.cn/clockandtimers BRI7HT www.ti.com.cn/medical
o www.ti.com.cn/interface 27 N www.ti.com.cn/security
bk s www.ti.com.cn/logic REHRT www.ti.com.cn/automotive
e =g www.ti.com.cn/power AR AL www.ti.com.cn/video
iz A% (MCU) www.ti.com.cn/microcontrollers
RFID &%t www.ti.com.cn/rfidsys
OMAP R il b 22 2% www.ti.com/omap
Tosk i www.ti.com.cn/wirelessconnectivity M AR {ELERIAR S R X www.deyisupport.com

Mailing Address: Texas Instruments, Post Office Box 655303, Dallas, Texas 75265
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